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Table 1V 7 SEFEL 5 75y KUAE A 6D
FTHWEGG L, {ERikeRWEGEDT) 771
YAAAT (48 kHz)
(a) EEHEMME
Proposed Score p-value Conventional
1:32 (m2m) | 0.537 vs. 0.463 7.3 x 1072 | [:2048 (m2m)
1 32 (f2f) | 0.516 vs. 0.484 2.5 x 10~ | [:2048 (f2f)
1:48 (m2m) | 0.493 vs. 0.507 7.4 x 107! | 1:2048 (m2m)
1 48 (f2f) | 0.475 vs. 0.525 8.3 x 1072 | 1 :2048 (f2f)
1:64 (m2m) | 0.520 vs. 0.480 3.3 x 10~! | 1:2048 (m2m)
l 64 (f2f) | 0.532 vs. 0.468 1.1 x 10~ | [:2048 (f2f)
(b) B&
Proposed Score p-value Conventional
71:32 (m2m) | 0.840 vs. 0.160 < 1010 1:2048 (m2m)
1:32 (f2f) | 0.810 vs. 0.190 < 10710 1:2048 (f2f)
1:48 (m2m) | 0.828 vs. 0.172 < 10710 1:2048 (m2m)
1:48 (f2f) | 0.593 vs. 0.407 4.2 x 1076 | 1:2048 (f2f)
1:64 (m2m) | 0.830 vs. 0.170 < 1010 1:2048 (m2m)
1:64 (f2f) | 0.700 vs. 0.300 < 1010 1 : 2048 (f2f)
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