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TNV REEDAREET AL - B, SR
52L&k oT, FEEZHIET 2 L AR A G S
DEBEAWETS. £, YINVRIVLFL—ME
FNIIZ X > TEMTHEED 8 kHz V> ) V7 E
FlEBZ 3 OOWEHIZAE L, 0-8 kHz, 816 kHz,
16-24 kHz D ZNZENOHIRDET %255, TDE
&K% (0-8 kHz) DI 5D A%EES AR MVIET
ET AL - 2L, Sl (8-24 kHz) OIS AL
HEMZZW, £REFETFTIUEZTDTICH £
5. BfINZELZDOFIROY TNV REEE2FHO
IRV RIILFL— b MUERIZE>TAERTHZ &
IZ& D, NRILEBEEREENA R ONS. ZOF
HIE, BFD% < DO DNNEEEMEFEEOA T Z 1
VEMTETH Y, TN RUBEPHES AR ML
HERIZ & BB DA BUIREE AL TIT .

3 UTILIA LLRHEHEEERY AT LD
e

AHTIE, BETBVTNVRA LTS VIER
BREBAEMRY AT LORMAZGHT 5. AT A
DERBEE Fig. 1IZRT. KVATFLTDLA VT4
VAT, BEIGEEED 5 ms WK E AT L TEH#
HHEOSms WEEH DTS, OB, FRKIZZIT
o7 5 ms % 25 ms 7 L —ALDREHEIZEEL,
25 ms 7 L —2A% 5 ms ANO IR CAMT 5.

3.1 EAXBAERK

AHITE, RET D VAT LAOIHARKLRERE, 4
WriR - 28R - BRI 1 THIT .

3.1.1 ZHTER

DI TIX, ATV —LD T NN REFHEEED
552 DRIEDOY TNV RMEESEI0 L, REEHRD
FEOFERNEE L RAERET TA LT LEHIH
$5. T 7NNV REFEDT L — AT hanning 2
BT, JUV—LAEMN2EIIRSEDIZ0HHULT
IRV RV FL— ML ZEHT 5. RIKEHD
PBINY REFSIRL, @l 7 —Y) DAL &
DT TANT Lo EITD Z 212k, BotshE
DARRET AR5 L5 CN it T 3.

3.1.2 IR

{KIR DZ MR 1Z, DNN 12 & A RME LS E 17\,
HERSEIR D224 7 4 IV R 2 W U CE B LEEE DY
TNV REFICEHAT 5. 9, ZS8CEEEOKIRE
rIARNT AL CN 2 DNNDANE LTHEST 4L
RDOBIRETr AN T LEBHET D, T IUTHRIME

*Implementation and evaluation of real-time full-band DNN-based voice conversion based on sub-band
filtering by Takaaki Saeki, Yuki Saito, Shinnosuke Takamichi, Hiroshi Saruwatari (The University of

Tokyo)



1 )\ ) 25 ms window

\I \\ \ ! 5 ms frameshift Processing each frame within 5 ms
8-24 kHz a8
"'II'I-I- Pass through —>-||I||-|-_.
-|II||II1—||I|I|III—> —>||III|.|.
0-8 ki Filtering
FO transformation —"|II||'|' Qf—ﬂllllllll—»
L. ¢® — 10
Hilbert transform
Filter truncation
I \
| T
[ —
I I Y : 1
-lllll-l--.l

Fig. 1 ET24V 74 VEBEMY AT LDNRA T4, 7V —LE25ms, 7V —A4LY 7 h5ms TA
JIEIE 2 32 T LY, ALEERERD 5 ms BANTY 7V X A AT 5. TR 0-8 kHz DRIRD AT A
K7 MVEZBEAL, 824 kHz OEIIANES2ZTOE L@ T.

HAED 72 D) 7 Z{&HF 72127 =X R Tt/
5ND YT XRB[6] DT TRILAL MEHETTS
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Tablel AV oA VB AT T4 VA TOEH
T DB O SR,

(a) Speaker similarity

Online Score p-value Offline
m2m | 0.493 vs. 0.506 7.4 x 107! | m2m
f2f 0.486 vs. 0.513 5.1 x 107! f2f

(b) Speech quality

Online Score p-value Offline
m2m | 0.517 vs. 0.483 4.2 x 107! | m2m
f2f 0.490 vs. 0.510 6.2 x 107! f2f

SRR (f2f) O 2 O AU DWW THHi &2 17 5.
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FEAMIZIE 48 kHz B> 7)) v EEE AW, 4
oy, BE#%#25ms, 7V—AY 7 b% 5 ms,
FFT £% 2048 si& U7z, 0-8 kHz D & 75 (2 K5
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M, BIRETF TA NS LDRTTE 40 & U7z, B
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7 — X K% dynamic time warping IZ & D i 2 7z, 7=
DTANREHAT B, 74NVRORY TREE 1/4
Wi Bo7, VY77V ADBORE o DA
ELUTa=097ZHW\-.

FERZFHWZDNN 7 —F 727 F vid, BhE2/)E
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MR ZENFI 280, 100 & U7z, BENEDTEME(LE
#%, sigmoid BI%Y, tanh B> 5 7% Gated Linear
Unit [13] TH Y, &% OIEMACBEEUZE I FTIC Batch
Normalization [14] 217> 7z. 7z, B#LFEICIE
Adam [15] & W7z, FEEFICEHOLEEE & 2k
EDT TANT L0 AL ICIEREL, ¥
#H£% 0.0001 &£ LT 100 epoch & %17 - 7.
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Core i7-6850K CPU @ 3.60 GHz % FH\\7=.
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Table 1 OFHfiIFER L D, m2m, f2f Dl — A2
DWT, FEEMELME - HEE b ITAEETHRTE
T, AT VEENRLT T T4 U DGE L A% ED
BT EEAH NI TEDZ D00 5.
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Eo i

FHEShRICET 2%, TNy ML (Sub-
band), 7 7A b J L4 H7 (Cepstrum), DNNIZX 3
#E5@ (Inference), IV~ NZE#: (Hilbert trans.),
74V &Y v (Filtering), FOZE#P TV L7 7
VAR EDZDMDILIE (Other) Z &7 7.

9, VAT LD TOEEE% floating-point
operations per second (FLOPS) B THER L 7=. §i
IR U EREMEDPSHERDO A — X —%2 AfE®
D, MIE - - BREE2FRRIZITZAZ2LT22E05. X
512, BETEVATF AL ms DFHEEIEEZ AHH
THEZENS, 1M TOMIZE#H T EZ2izkD,
FUHETD FLOPS D2 HEH U7-. F£7-, FOZE#
TV T 7 AR EDMIEIT 0.3 GFLOPS & LU
THBS o7z, Table 2 IZMERZRT. AT L2
DFHEEIT 2.5 GFLOPS &> THh, HEmMIZIE
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IREHSE R A ) TR A LA RETH 5 Z L A
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W, BETEVAT LAWEBIZY TILRA LE)
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B S, WM AHOEIDETH S RIF 28
H U7z, Table 2 12K 2R 7. ERAIZ, 270k
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SEME LT, ERDAESF AT NVIE (7] 254
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Ligotz. Flz, WRDEFARY PIVEE [T 24V
T4 VEBOTEEL, PR Z FHII U 728558,
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Table 2 GFHARRICET 2 5EMif5EHE. GFLOPS A TOEH & (Complexity), 1 7 L — A DN (Pro-
cessing time), RTF 2& 70t AT DWTHB L 7=,
Sub-band Cepstrum Inference Hilbert trans. Filtering Other | Total
Complexity (GFLOPS) 1.40 0.043 0.33 0.041 0.35 0.30 2.5
Processing time (ms) 1.54 0.025 0.66 0.042 0.35 0.29 2.9
RTF 0.31 0.0050 0.13 0.0084 0.070 0.058 | 0.58

EAH D ERMEIZEEY 5 MOS S 3.

(a) Intra-gender conversion

m2m fof
2.60+0.11 2.984+0.13
3.33+0.13 3.50+0.12

Table 3 #

Conventional [7]
Proposed

(b) Cross-gender conversion

f2m m2f
2.67+0.10 3.1240.12
3.27+0.10 3.36 +0.12

Conventional [7]
Proposed

EZ8HE (m2m, f2f) 3 K ORMEMAH (m2f, 2m) O
A —22onWT, KVAFLATHIUEEHE
FE, fEkDESARY NVIE (7] THI U722 HE
e ELI L T MOS fHMii 2175 72, HEMIZDE,
40 NOEEHE DE 12 XOFE Y~ TV % 3l L 7=.
FHiASE SR & 72 B MOS DOffiz, 95%EHHXM L & 12
Table 3 1Z/RT. @7 —ZAIZDOWT, AV AT ALATH
FU S EO RN, JERDESART ML
BEAWESESE ER>TWAZ L AERTE S, £
7=, FMERIZAEZ TR, BEEABIZBWTHIL
RIEALO B WA FBREREF 2B hTcEsZ L
BRh 5.
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ARTIX, YINRU R T4 VR VT HEDLY
TV R A LRI DNN B A OEE L2 RR U,
I ST EKEEAL - P ORI AT - ik E
AU7z. EBRWTHIEIZ LD, 34071 VEEDN,
WEDL 7 T4 VEBRDOGE L ASNEDE S
PHAOTEBRZ L RR L. T2, EXELULEZVAT
LOFENE G EEOME B X O IR O &l
IZ&>THEHiL, B— CPU TY 7ILX A LZEHET
5ZexRUMZ. X517, BHEEOHREE MOS
R OEHME L, FIMERZEERZ TR, B
DEEIZODVWTH BN EHR RS H 2 SR TE
L5l ERU. 5%, FHEUEEH%Z1T5 DNN %
X OFEMICHGET L, SREFEOMMEOWEEZITS. £z,
BHEEOHARERPEED X 550 B2 248
FSHEERFIEOME 217 5. BEE: ARUFSEBAFR IR
4 SCOPE (3% %5 182103104) ODZEit 2% 72 H D
TY.
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